,5*.‘ Sbohem pevna linko!
W" VOIP operator

VoIP telefon Fanvil X3S
nastaveni Cisla

Webové rozhrani (nastaveni telefonu)

K nastaveni telefonu doporucujeme pouzivat webové rozhrani. Pro zobrazeni potiebujete znat IP adresu pridélenou IP
telefonu. Stisknéte Sipku dolll v navigaénim menu a v druhém radku se Vam zobrazi lokalni IP adresa.

Adresu zadate do adresniho fadku prohlizeée ve tvaru http://192.168.x.xxx nebo jen 192.168.x.xxx a odeslete (tvar
adresy zavisi na Vasem routeru).

Defaultni uZivatelské jméno je admin a heslo admin. Toto nastaveni je nutné zménit kvali bezpecnosti Vaseho
telefonniho disla.

User: |acin'|in
Password: |nu|
Language: [English  [¥]

Logon I

Po zadani hesla se Vam zobrazi stranka SYStem — Information.

Zde se Vam zobrazi pfehledné informace o telefonu, siti a uctech.

Logout { admin )

B Keep Online Answer

Information

¥ System

System Information

Model: X35
) Hardware: 3k

2L Software: 2.0.2.2717

Uptime: 05 :00:47
G Riioes sethnos Last uptime: 112:56:00

MEMInfo: ROM: 0.9/8(M)  RAM: 1.8/16(M)
» Phonebook

Network

Network mode:

: Call logs

MAC:
» Function Key Ip:
Subnet mask:

Default gateway:

SIP Accounts

Line 1 571161119
Linz 2 NfA

DHCP
0c:38:3e:1azaa:cl
192.168.22.115
255.255.255.0
192.168.22.1

Registered

Inactive
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Systém ma tyto zalozky s nastavenim

Zalozka Network

Basic — zde si vyberte typ Vaseho pfipojeni a vyplnite Udaje podle Vaseho poskytovatele. Mate-li telefon za
routerem, doporucujeme ponechat automatické nacitani IP adresy (= DHCP).

Network Status

IP: 192.168.22.115
Subnet mask: 255.:255.255:0
Default gateway: 192.168.22.1
MA&C: 0c:38:3e:laaa:df
MAC Timestamp 20160922
Settings
StaticIp DHCP PPRoE
DS Server Configured by OHCP _'_i
Primary DNS Server i'ﬁz._lé_',zz._ _'
Secondary DNS Server l0.0.0.0 |

Apply |

Zalozka SIP Account (sip U ¢€et)

Basic
Vyberte si Ucet, ktery chcete nastavit SIP1 nebo SIP2. Lze provozovat 2 rlizna telefonni ¢isla na jednom telefonu.

oot R eERe

System

Line [s1p 1 7]
* Network LT "-I

Basic Settings >>

Line Line Status Registered SIP Proxy Server Address @ps.isbghgmggyﬂgljg}gq:c!
Username [571181119 | 1P Proxy Server Port [s080 |
¢+ Phone settings Display name ism Outbound proxy add. | —|
Authentication Name I5_?1161_119 | Outbound proxy part | |
» Phonebook Authentication Password . | Realm E_é_L_J_g_._s_b_(_)f_jg_l:r]E:l_g_y_rl_a_l_ighg_,_g
Activate
Bl Codecs Settings >>
Fainchion Key Advanced Settings >>
Apply |
POLOZKA POPIS
Line Vybér uctu (cisla)
Line Status Registered = pfihlaseno, funkéni
Display Name Vlozte telefonni ¢islo (ndzvy mohou zpUsobovat problémy)
Username Vase telefonni ¢islo
Authenticate Name Vase telefonni ¢islo
Authentication Password Heslo k ¢islu

Sbohempevnalinko.cz — Navod k telefonu Fanvil X3S Strdnka | 2




Activate

Timto prepinacem linku povolite nebo zakazete

SIP Proxy Server Adress

aps.sbohempevnalinko.cz (nebo 91.221.212.167)

SIP Proxy Server Port

5060 (vysi porty se zaddvaji pouze do LOCAL SIP PORT)

Outbound Proxy add.

Vypliite pouze v pfipadé, Ze chcete, aby hovory odchazely pres jiny server

Outbound Proxy port

Je-li nastaven Outboound, bude zde 5060

Realm

aps.sbohempevnalinko.cz

Codecs Settings

Vyberete si linku, pro kterou chcete kodeky nastavovat

Line sip1 x|

Basic Settings =>

Codecs Settings ==

Disabled Codecs
[Gizza

157231

| E.F26-32

| G.729A8

Advanced Settings >>

:il |G.711U

Enabled Codecs

[G.711A =

Apply |

V levém sloupci mate zakdzané kodeky a v pravém povolené. Pomoci Sipek presurite kodeky podle obrazku.

Advanced Settings

Zde muZete nastavit tyto polozky:

POLOZKA

POPIS

Call Forward Unconditional

Presmérovani vsech hovor( — pokud chcete presmérovat vsechny hovory na
jinou linku. Pozor! Bude fungovat pouze mezi €isly nasi sité.

Call Forward Number for
Unconditional

Cislo, na které budou viechny hovory presmérovany

Call Forward on Busy

Presmérovani hovoru na jiné cislo, pokud hovorite.

Call Forward Number for Busy

Zadate Cislo pro presmérovani

Call Forward on No Answer

Pfesmérovani hovoru na jiné cislo, pokud nebyl hovor pfijat.

Call Forward Number for No Answer

Zadate Cislo pro presmérovani.

Call Forward Delay for No Answer

Nastavite dobu vyzvanéni, nez se hovor presméruje na dalsi ¢islo

Enable DND

Povolit Do Not Disturb — nerusit

Ring Type

Zde si mlzZete vybrat vyzvanéci melodii

Enable Missed Call Log

Povolit ukladani nepfijatych hovort
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Line SIP1 »
Basic Settings >>
Codecs Settings >>

Advanced Settings >>

Call Forward Unconditional C

Call Forward Number for |
Unconditional

Call Forward on Busy |

Call Forward Number for Busy |

Call Forward on No Answer r

Call Forward Number for No |

Enable Auto Answering

Auto Answering Delay

Subscribe For Voice Message

Voice Message Number

Voice Message Subscribe
Period

Answer
Call Forward Delay for No = | .
Racinr 15 (0~120)S2cond Enable Hotline
3 T | 3
Haotline Delay 0] (0~%)5econd Hotline Number
Enable DND C Ring Type
Blacking. Anonymeous Call C Conference Type
Use 182 Response for Call !
Wadiag | Server Conference Number
Anonymous Call Standard MNone - Transfer Timeout
Dial Without Registered | I Enable Long Contact
Clhick To Talk C Enable Use Inactive Hold
User Agent | Enable Missed Call Log

Use Quote in Display Name [T

Response Single Codec

-

5 Second
O

T - |
13600 Second

= 1

[ Type 1 =

Local TI

Second

‘|?|‘|‘|ﬂ
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